[Jan 26 19:18:08] NOTICE[15018] cdr.c: CDR simple logging enabled.
[Jan 26 19:18:08] NOTICE[15018] loader.c: 143 modules will be loaded.
[Jan 26 19:18:09] WARNING[15018] res_smdi.c: No SMDI interfaces are available to listen on, not starting SMDI listener.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: Starting AEL load process.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: calculated config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: parsed config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: checked config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: compiled config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: merged config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] NOTICE[15018] pbx_ael.c: AEL load process: verified config file name '/etc/asterisk/extensions.ael'.
[Jan 26 19:18:09] ERROR[15018] codec_dahdi.c: Failed to open /dev/dahdi/transcode: No such file or directory
[Jan 26 19:18:09] WARNING[15018] app_voicemail.c: Invalid min message time length
[Jan 26 19:18:09] WARNING[15018] app_voicemail.c: Invalid max message greeting length
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog '6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245' in 32000 ms (Method: NOTIFY)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Reliably Transmitting (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (12 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-431b042ee0056f12-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 1 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="7907d517"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
REGISTER sip:asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-02641f4c1e48137a-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 2 REGISTER
Expires: 1000
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Authorization: Digest username="39",realm="asterisk",nonce="7907d517",uri="sip:asterisk",response="f8551872a0157bb02fac50cd5441631c",algorithm=MD5
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (13 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Using latest REGISTER request as basis request
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-02641f4c1e48137a-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 2 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-02641f4c1e48137a-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=8d2fe249
To: "rafael"<sip:39@asterisk>;tag=as4e2b7320
Call-ID: YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.
CSeq: 2 REGISTER
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Expires: 1000
Contact: <sip:39@172.17.17.72:56582;rinstance=7d80877fdaa88e68>;expires=1000
Date: Tue, 26 Jan 2010 17:19:02 GMT
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' in 32000 ms (Method: REGISTER)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
SUBSCRIBE sip:39@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-335416316c32ca2e-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=4339a41f
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 1 SUBSCRIBE
Expires: 300
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Event: message-summary
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (13 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Creating new subscription
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: list_route: hop: <sip:39@172.17.17.72:56582>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Found peer '39'
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 401 Unauthorized
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-335416316c32ca2e-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=4339a41f
To: "rafael"<sip:39@asterisk>;tag=as77466ebe
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 1 SUBSCRIBE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
WWW-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="6437ae3d"
Content-Length: 0


<------------>
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.' in 32000 ms (Method: SUBSCRIBE)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
SUBSCRIBE sip:39@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-b2180c1a44611b1a-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "rafael"<sip:39@asterisk>
From: "rafael"<sip:39@asterisk>;tag=4339a41f
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 2 SUBSCRIBE
Expires: 300
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
User-Agent: X-Lite release 1103k stamp 53621
Authorization: Digest username="39",realm="asterisk",nonce="6437ae3d",uri="sip:39@asterisk",response="ff03a4c535ec270089ce6e19e7978dd8",algorithm=MD5
Event: message-summary
Content-Length: 0


<------------->
[Jan 26 19:19:02] VERBOSE[15027] logger.c: --- (14 headers 0 lines) ---
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Creating new subscription
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (NAT)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Found peer '39'
[Jan 26 19:19:02] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.' in 310000 ms (Method: SUBSCRIBE)
[Jan 26 19:19:02] VERBOSE[15027] logger.c: 
<--- Transmitting (NAT) to 172.17.17.72:56582 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-b2180c1a44611b1a-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=4339a41f
To: "rafael"<sip:39@asterisk>;tag=as77466ebe
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 2 SUBSCRIBE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Expires: 300
Contact: <sip:39@172.17.15.245>;expires=300
Content-Length: 0


<------------>
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Reliably Transmitting (NAT) to 172.17.17.72:56582:
NOTIFY sip:39@172.17.17.72:56582 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK00d97269;rport
Route: <sip:39@172.17.17.72:56582>
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as77466ebe
To: <sip:39@172.17.17.72:56582>;tag=4339a41f
Contact: <sip:asterisk@172.17.15.245>
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Subscription-State: active
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Retransmitting #1 (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Really destroying SIP dialog 'YjVlYTM0OWFkYzk0MTk4NDk3MTJkN2NiNmEzMzFmYmU.' Method: REGISTER
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Retransmitting #2 (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Using INVITE request as basis request - YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- Reliably Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=b217c40f
To: "8500"<sip:8500@asterisk>;tag=as49f35f9b
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="5393a4e1"
Content-Length: 0


<------------>
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.' in 32000 ms (Method: INVITE)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found user '39'
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->



<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=b217c40f
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 2 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 37192 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (no NAT)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Using INVITE request as basis request - ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- Reliably Transmitting (no NAT) to 172.17.17.72:56582 --->
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=a1688e04
To: "8500"<sip:8500@asterisk>;tag=as5ebb42a0
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="4af5b6ac"
Content-Length: 0


<------------>
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Scheduling destruction of SIP dialog 'ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.' in 32000 ms (Method: INVITE)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found user '39'
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (12 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Ignoring this INVITE request
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK00d97269;rport=5060
Contact: <sip:39@172.17.17.72:56582>
To: <sip:39@172.17.17.72:56582>;tag=4339a41f
From: "asterisk"<sip:asterisk@172.17.15.245>;tag=as77466ebe
Call-ID: NDk2YmUwYjJjNTllOGE0YzYxYjU2MDgwMjc0YzYwYzM.
CSeq: 102 NOTIFY
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (9 headers 0 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
ACK sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-3442e71d544cad29-1---d8754z-;rport
To: "8500"<sip:8500@asterisk>;tag=as5ebb42a0
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 1 ACK
Content-Length: 0


<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (7 headers 0 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
INVITE sip:8500@asterisk SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-e739421d5b7ed837-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 2 INVITE
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, NOTIFY, MESSAGE, SUBSCRIBE, INFO
Content-Type: application/sdp
Proxy-Authorization: Digest username="39",realm="asterisk",nonce="4af5b6ac",uri="sip:8500@asterisk",response="5d1915e7cc3e681cbe8f289f4f83696f",algorithm=MD5
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 214

v=0
o=- 4 2 IN IP4 172.17.17.72
s=CounterPath X-Lite 3.0
c=IN IP4 172.17.17.72
t=0 0
m=audio 49254 RTP/AVP 107 0 8 101
a=fmtp:101 0-15
a=rtpmap:107 BV32/16000
a=rtpmap:101 telephone-event/8000
a=sendrecv

<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (13 headers 10 lines) ---
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Sending to 172.17.17.72 : 56582 (NAT)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Using INVITE request as basis request - ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found user '39'
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found RTP audio format 107
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found RTP audio format 0
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found RTP audio format 8
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found RTP audio format 101
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found unknown media description format BV32 for ID 107
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Found audio description format telephone-event for ID 101
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Capabilities: us - 0x4 (ulaw), peer - audio=0xc (ulaw|alaw)/video=0x0 (nothing), combined - 0x4 (ulaw)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Non-codec capabilities (dtmf): us - 0x1 (telephone-event), peer - 0x1 (telephone-event), combined - 0x1 (telephone-event)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Peer audio RTP is at port 172.17.17.72:49254
[Jan 26 19:20:00] VERBOSE[15027] logger.c: Looking for 8500 in DLPN_To_Town (domain asterisk)
[Jan 26 19:20:00] VERBOSE[15027] logger.c: list_route: hop: <sip:39@172.17.17.72:56582>
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- Transmitting (NAT) to 172.17.17.72:56582 --->
SIP/2.0 100 Trying
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-e739421d5b7ed837-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=a1688e04
To: "8500"<sip:8500@asterisk>
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 2 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Contact: <sip:8500@172.17.15.245>
Content-Length: 0


<------------>
[Jan 26 19:20:00] VERBOSE[15052] logger.c: Audio is at 172.17.15.245 port 11256
[Jan 26 19:20:00] VERBOSE[15052] logger.c: Adding codec 0x4 (ulaw) to SDP
[Jan 26 19:20:00] VERBOSE[15052] logger.c: Adding non-codec 0x1 (telephone-event) to SDP
[Jan 26 19:20:00] VERBOSE[15052] logger.c: 
<--- Reliably Transmitting (NAT) to 172.17.17.72:56582 --->
SIP/2.0 200 OK
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-e739421d5b7ed837-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=a1688e04
To: "8500"<sip:8500@asterisk>;tag=as7743998e
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 2 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Contact: <sip:8500@172.17.15.245>
Content-Type: application/sdp
Content-Length: 242

v=0
o=root 15018 15018 IN IP4 172.17.15.245
s=session
c=IN IP4 172.17.15.245
t=0 0
m=audio 11256 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16
a=silenceSupp:off - - - -
a=ptime:20
a=sendrecv

<------------>
[Jan 26 19:20:00] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->
ACK sip:8500@172.17.15.245 SIP/2.0
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-7a174e468027c074-1---d8754z-;rport
Max-Forwards: 70
Contact: <sip:39@172.17.17.72:56582>
To: "8500"<sip:8500@asterisk>;tag=as7743998e
From: "rafael"<sip:39@asterisk>;tag=a1688e04
Call-ID: ODg0NWFiNzVjMTIzMDY4OTk4NTY5YThjN2VhYTc5OTk.
CSeq: 2 ACK
Proxy-Authorization: Digest username="39",realm="asterisk",nonce="4af5b6ac",uri="sip:8500@asterisk",response="5d1915e7cc3e681cbe8f289f4f83696f",algorithm=MD5
User-Agent: X-Lite release 1103k stamp 53621
Content-Length: 0


<------------->
[Jan 26 19:20:00] VERBOSE[15027] logger.c: --- (11 headers 0 lines) ---
[Jan 26 19:20:01] VERBOSE[15027] logger.c: Retransmitting #1 (NAT) to 172.17.17.72:56582:
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=b217c40f
To: "8500"<sip:8500@asterisk>;tag=as49f35f9b
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="5393a4e1"
Content-Length: 0


---
[Jan 26 19:20:02] VERBOSE[15027] logger.c: Retransmitting #3 (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:20:02] VERBOSE[15027] logger.c: Retransmitting #2 (NAT) to 172.17.17.72:56582:
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=b217c40f
To: "8500"<sip:8500@asterisk>;tag=as49f35f9b
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="5393a4e1"
Content-Length: 0


---
[Jan 26 19:20:02] VERBOSE[15027] logger.c: 
<--- SIP read from 172.17.17.72:56582 --->



<------------->
[Jan 26 19:20:04] VERBOSE[15027] logger.c: Retransmitting #3 (NAT) to 172.17.17.72:56582:
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=b217c40f
To: "8500"<sip:8500@asterisk>;tag=as49f35f9b
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="5393a4e1"
Content-Length: 0


---
[Jan 26 19:20:06] VERBOSE[15027] logger.c: Retransmitting #4 (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---
[Jan 26 19:20:08] VERBOSE[15027] logger.c: Retransmitting #4 (NAT) to 172.17.17.72:56582:
SIP/2.0 407 Proxy Authentication Required
Via: SIP/2.0/UDP 172.17.17.72:56582;branch=z9hG4bK-d8754z-c301265c5d7e7a1c-1---d8754z-;received=172.17.17.72;rport=56582
From: "rafael"<sip:39@asterisk>;tag=b217c40f
To: "8500"<sip:8500@asterisk>;tag=as49f35f9b
Call-ID: YzQyYzcxMDgxMjcwYmIyNjkzMWJmYTg5YzRjZWNmNTE.
CSeq: 1 INVITE
User-Agent: Asterisk PBX
Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY, INFO
Supported: replaces
Proxy-Authenticate: Digest algorithm=MD5, realm="asterisk", nonce="5393a4e1"
Content-Length: 0


---
[Jan 26 19:20:10] VERBOSE[15027] logger.c: Retransmitting #5 (no NAT) to 172.17.17.72:59742:
NOTIFY sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6 SIP/2.0
Via: SIP/2.0/UDP 172.17.15.245:5060;branch=z9hG4bK0dae4a07;rport
From: "asterisk" <sip:asterisk@172.17.15.245>;tag=as11677d61
To: <sip:39@172.17.17.72:59742;rinstance=c530e0be4960beb6>
Contact: <sip:asterisk@172.17.15.245>
Call-ID: 6fc0e6884fd6ebcb0139874a792c82b2@172.17.15.245
CSeq: 102 NOTIFY
User-Agent: Asterisk PBX
Max-Forwards: 70
Event: message-summary
Content-Type: application/simple-message-summary
Content-Length: 89

Messages-Waiting: no
Message-Account: sip:8500@172.17.15.245
Voice-Message: 0/0 (0/0)

---

